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LBTERE, ItEVEA SHAR, AR L 2024.9 - 2029.6
ALZBETFREKE N TR, 3%+ 2020.9 - 2024.6
GPA: 3.8/4.0, HEZ 7/138(R1 5%), [E 72 222445 (2021-2022 “A4E 1, HEA 2/138), T84 55322445 (2 %)
S EZ35
AR NP | BAIBESITE XA (NLC Group), Hik5L3) 4 2023.8-2024.8

X AN LA e L AiE ST, REE N T A RS RIS A UL (Audio Codec) , RITE
T AEIEE G AL (Text to Speech) MIZARAS KA (Multi-Modality Large Language Model)
o FET fairseq HEAUMOST SE AR 1 IS BT UL AT Ry HERE. PPACHS . HFEETIZHEDL EER R G HERYIE
R, PH—REIEX B2 (SLT 2024) 2024 IEEE Spoken Language Technology Workshop.
o WRTELABES G TR, FRIEE T AR SRR OO S A EUES, T VALLE. MELLE
Z§ decoder-only FH R 2 EA RIS AR5 HURTE & A BBiAL .

mBZHh
Thorough PyTorch (FFi& PyTorch ##8) 5 A 2021.7 - &%

* Thorough PyTorch #&— T H1 3CHY PyTorch ##%, % H AL Github 4845 2300 43X stars, 397
X fork e ARATF N B HL G RRCRE T SRR BN LR 0N T B S50 % MMIYOL.O JHRAR % P S HF o

o WK, SO S BREN AR BT B IIRE (AR IR L. BB

« I EHBIIE: https://github.com/datawhalechina/thorough-pytorch

High Fidelity Neural Audio Compression (iEX &) it A 2023.2 - 2023.9
o 75 BWSSERFHRIEHEZIES T, 75 LibriTTS £ EE I T EnCodec MIYIZRISFE , FEAEMIRAE Y
MY PESQ. STOI. Mel Distance i1 STFT Distance 155 5t i P E fabr AL T IR AT EnCodec 157 |
H AT AR IR E 1) CEARTF 126 1K stars, FEAEAE DX DTRR R 5e i 17X E T STURM 3l %o
o WEk: JA75EK T EnCodec A I GRARTEFUG XS FF (BIHE RS S oA XI5
o B ML https:/github.com/ZhikangNiu/encodec-pytorch
RIE-FHEEEERATRAL (MBFM) Fhiz o 2021.7 - 2022.10
o EVHCHTRERERFWAZIE ST, %N A P A A T B 2h35 4, e REdkitm
SGIZIL B E BHUCHL. —f R R M ThEE. AT H ELE R 2 ZREF ALY AT VLOG #IUARK I A
B R T2 MagicS, I E2VILHTT.
o WK O DT, [ HAEEZMEN T B4 CLIP MR A (30 5 G A BT 7% B 8 Ak M 2% o LT
Place365 ZHHAEI Lm0 FR 35 H ONNX S SCHAE T ALt 7l o
« IEFY: RERLZBENER (F—EE) M 0ERFAFECFHELNZITR (BRA), H
HE 8 & I F B R E IR BT S o A 7o
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VALL-T: Decoder-Only Generative Transducer for Robust and Decoding-Controllable Text-to-Speech.

* Chenpeng Du, Yiwei Guo, Hankun Wang, Yifan Yang, Zhikang Niu, Shuai Wang, Hui Zhang, Xie Chen.
* Submitted Conference on Neural Information Processing Systems (Neurips 2024)

Fast-HuBERT: An Efficient Training Framework for Self-Supervised Speech Representation Learning.
* Guanrou Yang, Ziyang Ma, Zhisheng Zheng, Yakun Song, Zhikang Niu, Xie Chen*
* IEEE Automatic Speech Recognition and Understanding Workshop (ASRU Workshop), 2023.
NDVQ: Robust Neural Audio Codec with Normal Distribution-Based Vector Quantization.

* Zhikang Niu, Sanyuan Chen, Long Zhou, Ziyang Ma, Xie Chen, Shujie Liu*
* IEEE Spoken Language Technology Workshop (SLT), 2024.
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o EHN Al FFIR4HZ Datawhale Ji% i3

o Datawhale H IR H A% Z: A2 1A

o VLW TR E-H I RTHEK
o UL RHEOR - 1 T S



